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Transparent Low Bit Rate Below 64 kb/s Audio Compression
Using Wavelets
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ABSTRACT

In this paper, we propose a low bit rate, high fidelity audio codec using wavelet, which is well-matched to
the psychoacoustic model. We decompose the audio signal into 29 non-uniform subbands approximated to the
critical bands using the tree structured wavelet packet decomposition, When this transform is performed, we select
a wavelet which can be best applied to the information obtained from the psychoacoustic model. In the
quantization procedure of wavelet coefficients, we select the scale factors of each frame from gradually broader
range as moving to the higher frequency region, and quantize these scale factors according to their pre-searched
dynamic ranges to minimize the number of bits needed in expression of each audio frame under certain distortion
level. Using the proposed method, we get the compact disc(CD) quality of audio at 52-64 kbps(kilo bits per
second) per channel and in comparison with MPEG-1 Layer II, the coding quality of the proposed codec is
greatly superior to that of MPEG-1 Layer Il at 48 kbps.
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1 0 45 90
2 90 130 170
3 170 215 260
4 260 300 340
5 340 385 430
6 430 475 520
7 520 605 690
8 690 775 860
9 860 945 1030
10 1030 1115 1200
11 1200 1300 1400
12 1400 1550 1700
13 1700 1900 2100
14 2100 2250 2400
15 2400 2600 2800
16 2800 2950 3100
17 3100 3250 3400
18 3400 3750 4100
19 4100 4430 4800
20 4800 5150 5500
21 5500 5850 6200
22 6200 6550 6900
23 6900 7600 8300
24 8300 8950 9600
25 9600 10300 11000
26 11000 12400 13800
27 13800 15150 16500
28 16500 17900 19300
29 19300 20900 22500
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ok CD9} & 44.1kHz®] 83 ol4 33kbjs
(128 x 6bits X 44100 sample per second / 1024
sample) £ W2 7B rl HastA Hck o)#g)
TAE 23 Slsle] £ d7lde A 8Al
Frid} 25 QAR Adshe FH 1284880}
2Ad AAE Agsiglon, sAFv} oA
2AY ARE AF A9 vjzsE W A
Aol AY gdsdck g 2AY RS A T
AL AR W2y ol Wik 439
el ATEAC we} Afpm Qe zFE)
oo 248 W ek} Adshe o] &
A aAE oA sled Bag bitpE Y 4
Qe oleld whe mE wWirzd bi) ¥E
A ApElE ~Ad Qrle] = § frame(1024
sample)d 26717} ==, PRERE 6.7kb/sE AT
ZA(8 sample)vlv} 2Ad Ax}E HP3HE o B
o} <F 26kb/s9] AFES FY T Utk

dolEel Med PFSL oAEEp) HF PR
A7l % 713 step sizeE z}= midtread YRS}
715 AREslsTl AR ofxjElrle] BAoE qld)
o A% AT nbgol FEle) T vl
21d3HA 21" 3islek

o1 Beg 43t 2r]je Zde AHA TR
¥ 7, 89 Ak 23 78 Al AR S
ol&ele o83t 2rle HEsp|E viehlle ¥
82 BE3p|E vehdch =gt ¥ 9= §33E
2r]e A3 bit stream F2E Heolw Yk
H 9oll4 B i) zho] BrlAReE A <
Ape] tloluin] #HRlA|, &, =YW} 7 o]
9] 3ok FAlElElr] $18le] 36 bits7} Al4EH,
2AY Qg AR e Al A
&3 Wi=of bitz} EEEA] ke We 2AY 2
AE Afsl] @gornz mE wiod) bitzp EIE
Q& 739 Hd 156 bitsy} YFE T, 7z o)l
Ares] bit Y ARE HEsp) fsle] 2 A
o] 4 bits®] 20Mzo] izl 116 bitsh WI
o Bt AR AMEE F bit o= #Hd 304
bits7} ®ch felEl AfE ERElr] H% bit

S AA AT bit Folld] ¥R ARR
bit & |24 PRk

Digital Audiv
PCM Bignal

Bit Stream

Frame Uepackiog
=
£
z
g F;
H ]

Dynamie Range of §F

Biv Allacation

a8 8. dolidl 2rje ¥E3)e 7=

Bit Allocation
Intermatin
{ 114 Bita)

Dynamic RANGS | goyyy eqctor

of s(?zu.si::)m' {Max, 156 Blta)

Sample Bit
Total Numbar of Bita - $lde Informatlon

T
Bample Intotmation

|
fe

Sida (nformation

7 9. Bit stream®] &

V. Al

2 qdor] Ay £rje. mele] A Wl
AHERE AR AES o] AFe] oAt v
vEigh A vldsly] 918k, E 3o Sle ook
g 5 AY AEE AMsisglon dF A7
60xo|c). F3 ALANPARSONS®} STEPHEN
COURT7} A=t CDal SOUND CHECK$}
STEREOPLAY/AUTOHIFI o4 #|=}gk  HIFI
CHECK & o]$-3}gick

Aew vias 299 2] FEpl AAEHEA
o HeAE shHs] fldle] HEl=E HeE
(blind test)& AAJBICE o] A¥L AL BEE
Fol P £ UES 4 glo] EREE ol
A3 A o] 3HE AAWA EBE A
A Zbhel 103 W3R HeE F=F stk 9
o} 22 APE AR olfz AMNX] A9
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A3 A2 o FP|EE vAsT 9" 42
P& Aol PEHY 4 =R GEAE A
AR HAES] 3l HERlE HAEE AN
stk A¥ol A7IRE q19E 200)n od#L 23
Aol 314 A8 ARAER PRSI ARA
S & 4 JeRSch E 464 Ry v} 2o
64kb/sollA] A-S(CDLDF wlwslelE o FHY
Lx)e 79 A%& ngok HCe PRE A|¥sk
£ AH codec R H3akH o] AgHr} L
3 AEEE S B 2 ook o] Y3 #
23 448 PEsA e S WA Ho
3 8leh
' @3} MPEG-1 layer 119} u)3za}7] 2]sled 64akbys
9] APEa} 48kbise] AFEANN HES SHE
Fol] T o) FElog IHH S RaEE Al
A A2 FHFRIL ol Zlo] o] FLAlE  Alds
EE gk AY A5 AF dde) AlEot g
< AR, pFw HRo] Y FTAEeel ofdo]
7gt 2 AY AEE Aok AY ARE
¥ 5ol Jehfiglchk E 5elx)e 48kbjse} 64kb/sel]
4] ZHzt MPEG_L Layer Hej ok Algkgl sde)
A35E FEE vl glvh R Sl B wl
o} o] 64kbjsellx] Az} 3le] ATt el o
yx7} wg 4189l 7Jgolli= MPEGe] band
limiting HPYS AMSSlRE 2 AIws) 3%ke
1}, harpsichord®} zte] s} digog da #HA
ol AlEed e Ak =de] 483 Az
He 728 2eluk Bwel zho] ofde] 7lgk AlFe
ez Agkd Fde] 4L Bk =3
48kb/s2] HgEoldde Aok Fdo] WEd) A5
o] 43 Z& viehlz glck ole} e Ad:
MPEGLE ¥ AlZel £ odielx ARt =
dog 3gg 4%o gYPEMozw HgsA F
Bl 28 1004+ attacko] 7}gF 2re] 48kb/s
2} 64kbjse] HE-goAe] MPEGH Aokl z9e]
e ¥ AANE Boles, ¥ e
B3 AJEo] W& harpsichord2] 64kbjs FEEol
x}2] MPEG=] wig ®elrk I8 100)9 (c)
olla} Bi= w}g} 7o) MPEGS] 7% band limiting
e HPEE AR A e AFEelM AT
oo sj2e sl zeht Agks @de] A
S e AFBEE FEE Al Hue 2
g bit g FmE mEe] diFe] AA veha
WeE B 5 sk 23 109] @9} (e)elxe A
2£Fo] 64kbfsell4] band limitinge)] 2%} ofjTo] F
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oA Astd T vt AL & 4 vk o]
v 23 119 (b2} (A B ule} Zo] nips
A30] B harpsichord®} ZrE 7%, o4 EAjg
g bit L WAKEL7) $1%) band limitingel] 2]}
o M32) di=o] 64kbjsell® FAREA et
AL B 4 Qo) e B el Akl =29
< gFg AEe] g2 AlEe] wsldAx s}
A &8 288 gl AL B 5 9l
3

3. Al A 2rle HE

CL CELLO

CB CONTRABASS
HC HARPSICHORD
PS PIANO_SLOW
PF PIANO_FAST
BO BAROQUE ORGAN
BG BONGO

DS DRUM SET

E 4. 989 399 29 #HT

2rje 4 ﬁ_fé ¥ s

AE BFPe | AE

CB 5.57 6.14 R
HC 7.42 7.35 T3
PS 9.07 8.07 Pyea
PF 7.93 7.79 2y
BO 7.86 7.86 B egt
BG 7.21 729 by
DS 757 7.64 EEY

¥ 5. A5 ste)s} MPEG_1 Layer I12] 48kb/s$} 64kb/s
A wla] AgkE Zde] AdEe IF E

2rle Qe 48Kkb/s 64kb/s
cL 1 0.46
HC 0.92 0.83
BO 1 0.54

(a) Bongo®] original waveform
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(h) BongoE- AUE 2YE o]-g3le] 48kby/s 2 ghE3
A1%.2] spectrogram

23 10. Bongo® 64kbjse} 48kbjs?) HEEE MPEGH
AP ZdE olgslo) A4 YEdsig W
wave %33} spectrogram

(c) BongoE- MPEG-1 layer 115 ©]-8-3}¢) 64kb/s=
23 4135¢] waveform

PP PR ~ PR PR

(d) BongoF MPEG-1 layer 15 o|&3le] 64kbjs 2
4+&4¢t 4139] spectrogram

(¢) BongoE MPEG-1 layer [I5 o]&-5}e] 48kb/sE.
&gk 4159} spectrogram

(©) Harpsichord Aoy 3dL o)8sle] 64kbys 2
443 4132 spectrogram

() Bongod Alobd md & o[gsled 6akbjs= 3ba%t
A1%9) waveform

(d) Harpsichord&- MPEG-1 layer IS o]-£-3]<] 64kb/sz
&t 4159 spectrogram

o : \ 0 38 11, 258 Ado] WlhapsichordE 64kbfse] A4
ikt e i E2 MPEGH ARk 3dlg ol8std zkz} gt

(8 Bongo® AR mulg o)gje] 6akbis h&e 3k E el wave 5% spectrogram
4159 spectrogram
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V. dE

Aok Ho) Bl o843 gL, fol8ele] A
el gle] AzRddelxie] ZAalelAe)Adwt,
Fa g9ere] gz §EAe] Azt AAA
o] s e’ ex)e AlEe] )
Al A WSk 2oe A5 ks 4
ARl Ale gl A4 slolEel wgke 53
7] HsiMe Rt slelEel HEE Sl 3o
vanishing moment& Zhe= flo]8Hlo] HHs}d, 4
ol&3 Wejdolr} FIERE ©12(q Alefe] Fo
o 28 Wisck e, Hedelw
Aol 4 glom 9] moment £713} A HA
3] AR s]eixol fich = Alefgkuded sy
H Are dolBdl Az el 5RE w8
ale] A4F]ojo} B} o]F $i3le] A A=lE
o 2dlo] dAle F8% EAlolch

ALEE U37) M Alsdudd o3t
wrte] ohjel, ®f§- F¥Ad(redundancy)e] B
2rle 43 §AAHA AL olEsle HFEL
HEEE AEsch dolEel Wi Ay ox]
2. AlE2] oY FEHAS o= AX AAsl=v)
EgAolehs o] & dATelA UF=gILs, o)
T Az 2] FAER] AL ou] el
VQ(vector quantizer)e} 32 npgoz Akt A
FE8E 2 F de Aol =Yk =3
MPEG-1 layerllIo| /4= Huffman 353} 7he- o=
2y 3 wHeE oyt Alxe FEAE A
2 AAse e, B delxe o)gt &
A daelEs AN W 2l 4% 3}
Ao Bt HelEede] BAE o183 Alze
2 7 o2 64 kbjseldle] Fe 4 E
A F& AFe ex]e A% ;YL ¥ 4 gl
2], MPEGer]|L Fdzte] ASH|allix 48
kbjsell = 4535 53 454 Byt

Ao F FAR, FEAe] ¥ 2rje AT
€ old 2§kl VQul Huffman T} & why
& ARB3le] 40kbjsolsle] AFEelr] ofdel er
2 FYE 43 33A} gk
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